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BRSSPI EE
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EHICKDRAE—=FARS5U>3

JE A —12)

BIE . S EHEORM e EE
FOBEEITEHEDOER LD X2 0ITE VD,
V—FICHEFT 2 EEANE LTHATE,

BENOEUCIIEFA VAT a DL DAJREMERDH 5. XXX
NHOFIzBWTHANICE»IPNE Z e BLSF AL L PR
NHBEBHETORRBRFBOAETDH 2. T, SSPEHEPHLT

NFEZEHOFRF LM TENE, RAREEPHEEEEORFAREAZA LIEL A TES. L
L, TEROEFHAZBEIN T, TSR EHELOEHANOLHRIII D RERMEASFE OBV, S

R EFE L
SR EFEEH

T-IBAES AL 2 AR T 5 B A ZHES (Speech to Unit encoder, STU) &

BEDORT?DBIRET =2ty FORER o7 RIFETIE, HOEEITZEE 2D  Hl
ZHu¥N, WESPER %#2%3 5. WESPER 1E, XX EF Ll

HHE DA ’a’:ﬂ)&llib
, BREHEN2SHNOF

PIETCT B BN AEAEES (Unit to Speech decoder, UTS) 2SI 5. 7F A b @{Tl‘fﬁbi;ﬁb\, ~

TTIRWE SR EHE L EE

BREDT —X DAL HHEAIFETRET, HiE - SRICRE LR WAz HE

5. UTSIE, FRNVDBRVNRFEEDER T —XDAENS, NRFEEDEHH 2ETLT 2 & 5 ¥ E R
TH2. AFEZEBRSMNE 50 BICKDFHEL, SSREIELSERINLEFOMENM EL, #HEFED
BRSO IND Z e 2R L. ¥/, REFEDVSHEEECHEEEE ORAHMKICHANT

BB bHIHHFEERIC X DR L 7.

1. ELHIC

BREEEA V2 7 2 — RIS FH IR TH 03, A
BB ZATOMHAIEAES TERY. Bz Ato
LCHAT 2 2 2 i3 hEANORKICR D, BEEHRD TR
THAREMED HB. T, BEREIHEPICHEETHIT LD,
JFD N CAPRE R 5 2, REEOWENEZHE 3 2 el
D5,

IS DREE RIS 272012, g REEEEH AN
M (ALY PRV —F A4 &7 x2—R, LUF SSD 236k
RINTWS [2], [22], [23], [38], [39], [40]. L2 L, TR
D SSI TRt > 3 — R & D FER IR O O PEE 2
B2bD0%L, BHBOLDOEEHT—X €y Vo, *
Nehot -/l Z e, FHEZ 2SR LT UE
%o3, MAT 2008 FHAMIKE V. RHEEES &S
%L, HorULOHERERINZa~ Y FET BT LR
M EoTWS. BESLEHEOHIRG L, WEAREE
WHEOHEFICERT D, TRFHIATORN,

SSI DA ZEF & LT, FEFHREE LIRSS O RS

DR HMRBETETH 5, LLoffncky, BF

LORRY, Yo —ay ¥ a— X% 4 T2 RS
) rekimoto@acm.org
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D SST DFHETIIEMA AL EFEITIZER S LTV,

Z T, AIETE, TSR EEH) KHEHT 5. &
R EFIHEEDEN - OMEMDE <, SSTITHE U e #fHl

R ANTFERTH L. SSPEHETEH DO~ A 7 THRIL
ATRET, Filat o —Mle RE e Ligwv., £, FEH
REET, BHPHEEBEINTVIHETD, SIREFHR
PINFETHT I ENTESD, HHOTHPLHHED
AIREED D .

AWIFETIE, HOCHEIRAEFICXD, SSREFENHE
WEANOEREMRE, 5 - SaEIHRE, ERR-TITS
Mg, WESPER 28R T 2. SR SHLBEREADOE
FT—ZDATHEEL, BET—XINETE2T7FR T
AR, SEREFFECBEHFEFOMNB LT LT —&
ZREY LW,

WESPER (3, @HEH & S S EHGEH L THATEY
L Z DTN 7-BERBTH 2GR B EERT 5

7 A HER (Speech-to-Unit encoder , STU) &, &
Hifiin & BIEEEFY & RS 2 BLALE A 24845 (Unit-
to-Speech decoder, UTS) 2255 (X 1). (Ao TW
W) TSR EHE CEEEHICX 2 B O HERTE
WD, STUIRBHEER S SREFH L 0ESZ I L 72
HEOEARMEZH T2 X512785.
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(
(
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(
|

CNN Encoder

\

Speaker independent
(including persons with
speech or hearing disabilities)

-

1 WESPER i, FEIH,

(Modified HUBERT) |
]

Whisper / Hoarse / Normal Voices
Speech-to-Unit (STU) Encoder
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Reconstructed
Normal Voice

bbbl
4
| Vocoder (HiFi-GAN) |

1
1 A
I 1 §
jone per 20ms [ Mel-Spectrogram Decoder ]
[D00D000000 256
Common speech units Energy Predictor
] S

between whisper and
normal;voices

Pitch Predictor

[ Transformer Layers ]
L

bommmmm e » (Modified FastSpeech2)
Unit-to-Speech (UTS) Decoder

W B MO S SR EFE>EEER OLREM TS 5. H

AT AT & D X X EH Ll &8 O 20 &2 RN U 7= H@ & i §ihr 2 AR RS
% E A A (Speeh-to-Unit,STU) &, ALY O EH 28T % BA S H A
2% (Unit-to-Speech,UTS) » SN 5.

aaaaa

46 0 06 12 18 24 3 3
Time sec ime
WESPER converted Normal
Whisper

Time
Whisper

2 WESPER 2R (FF . X%/, 1 WESPER TZ#
AN IRER, £ [A—REOBHEEF)

UTS i&, HEDHEEDERE T —XDAENPS, T2
TEXAP IRV EZBIFTIFERTLILNTES. Itz
X, EHHETHUL, FHEIORNDEEN T —& L
LTKo TwiU, iR & 0 A2 0 AOHHHTO
HREZEMET S TES. k7, EREOMEDEH
WEHT 2 DAJRETH 5.

STU & UTS {33k H C.E#HY (non-autoregressive) (ZH
E3 270, Y A7 LA 2REIFERBTEEST 5. 2079,
BIZIRERRFHICICH L5 E, RESINEPS SR EH
TiL, ZhE V7N RA LTEMBL, MOSIEEE
DOFETHELTHLL Z N TES.

B 212, ERTFRICE LT SREFHNLBEHERNDEL
ol RT. MO TAT, XbZLOEREEW%Z
ARLTWVS.

AHFEDOEIIUL T O XS CE Db 5!

L ARG S SREHE - BHER T — X DA TEEARE
7%, W - AR - SR MRERERH S SR EF o3
W A R R R L.

2. EEFEEDOTF A IRMBDER Y Y INT =295,
TR E 2D X7y PEAZYY BMRTE 5.

3. BHDIIRXEH, BLURARFEPHEREHEE DR
A OEDA EF 5 2 2 F A&l RS CHERE L 72,
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2. BOEHARE

2.1 SSI:TIREEA2H5I3 VDMK

HFA LY MR —F (SSI) Mgt LT, #/E, fimK,
HERL Ok LIt v v ZEERRHWT, FIHED
MERFECLET A~ P 2R T 2 A0 REESATY
3 [2], [22], [23], [38], [39], [40]. L& L, —heoFik,
Fealle o =B Z 22Nz T, 4Dt >3 —H
BOZIG Uil 7 — &2y bR FFAE Z LIRS 545
EHD, ERORKEIREREL RoTWb., £, AHERK
SRS TOREEFR R 258, BRERRKDOE Y
Y —F — X ARV 2 L IRFERMEM LT LS.
ZORER, ZhoDy 27 MIFEFICR SN BT EED
FE (AU R) B EEoTwa. ZofilfRD79,
HEREEEOIRICHT 2 Z e dFEHIA TV,

SilentVoice 1%, B &2\ H SEET “ingressive speech”
OFAZERELTWS [12]. Ingressive speech X E LAV
XL, SSIDEFLART I TEZN, EHOEY Y —
ZINGEDT 28D H D, L —3D ingressive E— FT
ELLHETEZ LSRRI FINEPILETHS. £
7z, Mo SSIHFSL & kR, FRERD 72 ®IZ Ingressive Speech
HEAIOERFOT —X 2y M ERAERT 2R0ENDH 5.

ISR EFH DT A IS 285 (5], [7], [11], [14] T
X, TAREFLTFRAMDOMIERREINT—Xty
MEREE L.

XXX EFEDOEHE wav2vec2.0 [1] £ HuBERT [16] iZ
X 2 HOBES & B AR A T L1229 WT end-to-end
Tf75 /7702 LT DualVoice [35], [36] SRR SN TV 5.
DualVoice TIXX XX IR B@EHXFZFNT 524 &7
7Y a YEIEDIREL TS, WESPER i DualVoice &
HABDEZ T, 2-FDOXXPEHEBIRNNICE
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, —— - WHEE A XX EM
FiE ¥EF—& EEFOYEY A s
TALshAE—F BB I —HITRE F LV P YES/NO YES
(2], [22], [23], [38], [39], [40]
Parotoron [3] W-N Z L AL YES YES(&EFAHHEH)
DualVoice [35], [36] FTEANMIE )7L W N R NO YES
Silent Voice [12] 7 ¥ A MY ¥ ingressive H A WAE NO YES
CycleGAN-VC [21] JURILIL, FHFRAMFE W,N TE YES NO
MSpeC-Net [28] W-N RZ Lv T YES NO
AGAN-W2SC [13] W-N 85 L)L R YES NO
WESPER (ours) SR TLIL, THFRAMRE W,N T YES YES (&R ZHEH)

R1 ALY PBIUIEIREFAAN VXTI a O (WX SR EA, NIBEFEH)

TBREIEWTES., 1z, 7AXX— ADFEZEEER
T, TRXX—BOFRXXREHETHFETLIL T, B
DTINR—FHU DT B LIRS RATLAPWHKTE 3.

2.2 EEEHREIN

HA 2 OB IS 2 E A AR S N
TWVWAEA, XX EF T FOGEARRERE) HRBRIEL T
W7, BEFFAANOEMIIEM Y 2 &, ZIRMEICT
2., BRmmrAWTXRERETF A MEL,
FHEABRICEDBEEEZERT 22 ERZ NS5,
TERAINPMPEL 72X IR EFEHD - RAPNBE L 72
D, FEETIFH/KFELTCLED. £, WS T
FR PRBTE, FEAOIFSEHERORE SR WD,
EHFERDPBEMINC 2o TLE S 2 WO HENDH 3.

Phonetic PosteriorGrams (PPGs) [41] &, HEI&EH R
RS (DUT ASR) 251860 2 HEIRBT, 65 L I3
BRICHFENBEORE 2 RAT 2720, ZX—FEOEH
ZHUzHFHZINTVWS., 2L, IXPEHITNTS
PPG OFAICOWTIX, ZhETHERIATWARWL. K
e DFEIFHHER E L TERRMAZHWV S, ASR S
PPGODIIHRTHFRAIR—ADIA— A REL T, F
FET A ERBICHIKIFEL L.

Parrotron [3] 1, WEREE ORIELHET 5 7-0DITK
AN EFREHS AT LATHS. TFAMNERAHS A
7 & Tacotron 43| ICHERLL 7oz v a—& - Fa—XET L
IZESWT WA A, Tacotron £ Bz b, ASj- HI7—%
MEBRANARY VT I L ERMALTWS., /5L,
HRETFRAPDORTZREL T 5720, FHE I LIZF
BFRDOa— AT I2REND 5.

AR, RIEFEE WX RS/ 5 H B A A\ DLH
Ffiipise Entw3 [31]. Zhs Oz ks 272912,
ZHGWETZ T T, FEICER SN S 7=ty + ORHE
bERET LI DEETHS. AGAN-W2SC (Attention-
Guided Generative Adversarial Network for Whisper to
Normal Speech Conversion) 1%, GAN ZH W/ X X X
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i HEEEHEANOEHTH % [13]. MSpeC-Net [28] 1,
F— by a—R—-RZHIKEFRLWTHS. ZhoDF
B, IXRZFLEEEFONE Ro/zT -y b %
DEY T 5.

ZHUZHK L, WESPER T, @HEF L XX EHH
DX > TWRWT — XY ¥ T DA SEEHAHEETH
3. BIEHEI DT Rty b, HHEICMHET 2T F R
FOEZRILBAETHZ720, T—Xty O
BHTHY, §6H - WREFBIHKFELERVODFRETH 5.
BEEERFZE & D2 R 1 10RT. BHFO N & 0254
% https://wesperproj.github.io/ IZHE#ET 5.

2.3 BEREOECHEMTEIRFAEE

TRV DIRWE R T — X2 X o THAFE (pre-training)
L THCHEAIN ERBER 2TV, FNLDH 5 EH
7 — X CHEFAE (finetuning) 2175 ZH AANFEHZNT
W5 [33], [44]. TNBHDY AT AFFICEF SR E HI L
LTWa23, ahifiadik, & annon, BIHmR EICHI0H S
T3, F5iZ, HuBERT (hidden-unit BERT) [16] D%
BHFEZX, BASFEWLIE O BERT (Bidirectional Encoder
Representations from Transformers) [8] THWHN B~ X
IRIZEETAREALTVS., Thbb, ANo—i%
< A7 L, B DOAND S ZIHIET % REVRFEHEE
THIETH¥HETE. ZOFEAEEIED, ETMIEIAT
T ROBEBRMERPEHFORHMEEE TN TES.
HOHH D ASR1Z, [1], [44] THE SN TWS X512,
Z ARV LERIC K 3 HEAIEERIC, BRI O Z U
HAT =Xty b THEAET 27200 CEWE A SR
ERTDHIEDNTES. LIPoT, ZOHFAE, X
EEDTFRAIDEa-—NADROLNTVBREEIC, X
REFHORIHEL T3 I3,

WESPER Tl%, XX EHLBEERENOENINS
BENRZ PLOEE/NS T2 HNTHIMFYEZHVTY
T3, ISRZIATHLEREREATHH IS S EHH LR
FERIXFEICIR 5.
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(To Unit to Speech)

Common Speech Unit

20ms I
¥

Cross-Entropy Loss
Predict hidden units at masked locations

4
I
( Transformer Layer 12

Acoustic unit discovery
(e.g., K-means on
MFCC or Transformer

( Transformer Layer 11|

intermediate layer output)

( Transformer Layer1 |

] mm ] Masking
[ CNN E'ncoder IJ

Whisper / Normal voices
(un-paired)

3 STU 0%l b L—= Y ZOME, HEEEIE, 7Y V7
ENTVRVWIIPREFEPEHOERZMAT 2. v X7 &N
AN OUEEMET 2 2 THEE T 2. B0k
HBHHET 256 ZoLDORZ L (20ms 12 1E) ZAEKL,
IhEHEERERAE 5.

2.4 textless NLP

IR, 77X R b2 HORWE AL - FEEROFENTE
HENTWS. IhbHDT A7 LTI, BRI ZEEC
EDTFRPREDIRNER T — X0 6 BEN LI Z2 15
52 eMTES. Textless-NLP [25], [26] % AudioLM [4]
Z, BEUMS X T LBV TTF R FRERILEEHWL
3, HOH 2280 & » THEE XA BB Z v
%. Soft Discrete Unit & 7 ¥ X FPRIEZHWVWIRWEHARS
FEILEAD 7 TR —F D 1DOTH 5 [42).
AWFEDOFIED, HOHEIMY 2285 61550 5 BEN
REFERHIE UCIEBRARZ P2V, 73X FER
s E ZHIRINICHWZR W, AT, BN 228
IZED, SEREFLAEOERDEN I L 7-EHH
MTRHTEDZ 2R LRI TH L. £, AF
HiX, BEOBEREERS T L OHEEENHRER X 5 1ZE
sFEfhcnis.

3. WESPER EEZBETIL

WESPER %, STU (Speech-to-Unit) =>a—4&¥ UTS
(Unit-to-Speech) Fa—&X S XN 5. STU X X
REHE LEEE R DA 2PN L 734583 AL (common
speech unit) Z4K T 5. HEEHHENIL 256 KTDOR Y
FLT, 20ms Z X ICAERENS. UTS IEEFHAZ AL
AR bR LICEWL, Ra—XTX—7 v FEFRE
LTHEE T 2. STUIZ, R7ICZ>TWAERY, XXX
FHEBEEBRDT =200 OHFFEE DA S Z oH@EtE
BERLTWEIEWRHETH 3.

3.1 STU (Speech-to-Unit) T>J—4—
STU (Speech to Unit) =¥ a—XiX, HHEEEEZ AN
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Transformer Layer 12
Transformer Layer 11 A

@

<]

2

o

(o3

H i ES
i 5

Transformer Layer 4 L 5 012

I

H H o

s

c

I

o

=

- STU pretrained with
<" normal voices

Difference
.- \Jeduction

Transformer Layer 3
Transformer Layer 2
Transformer Layer 1 [
S
CNN Encoder i 0.08
i

i
[N 0 2 4 6 8 10 12
Output from transformer intermediate layers

STU pretrained with
whispered and normal voices

Whisper / Normal voices

4 TTREFFLBEHEGTHOBVICI UK. BHEOEFEHFL XX

REFLMEMLEACHK: BEEF L ISP EFHTH

HiZEE L7z STU IR, @HEEF DA THATYE LA STU gkt

N, BB T B, Fie, ZHENESLZIONTSH, W
FEORIZEPT 5.

YL, EFHEMNEHNT A2 a—-&XTH3. HuBERT
(Hidden Unit BERT) [16] @, 7N LORWKEDER%
BERT [9] FNCHATEE L, BN~ R 7 SN ERRHE
AT BRI 2 ETT T 2EFIC LD, BHEETLEHE
B2 ERHECHIINE=2—F L%y P T — 2 B R—
ZrLTW3.

AWFED HIE, XXRP&EH L@HEER DA EIRILL
T, TERLRIRAFEOEFRMNZENTETHS. £
D7, SXRPEIFLBEFEF L RERAIETHMFEE T
5. %¥#2iE, (1) Librispeech 960h dataset 7> & G H
2 K BEE OHEGEE A, (2) Librispeech HH 7 — & % LPC
N—ZADHFFEEHLY — LTI X I T FHEICE#L
7o [45) B, (3) HAEN S MEOEHEEFR ISP &
FOWTIMIT B 7 — &+t v b [27] (JEL, HEGEEH),
ZEAL .

B 312 STU OFFi¥EARXERT. X7V r7anT
WHRWX XD EFEPEEEE AL, FIURT a4 —
~ =g, ~ A7 INT AN S L OB E HEE
TR I DE¥E TS, HuBERT L [AEEIC, T3H—
EXFEDERIFEE TlE, AJTER T —& % k-means 27 7 A X
VY T UBEREANI R HEE T 2 XD I T 5. BB
T, NIV RT7 r—~<—HRBEOHITE k-means 7 5 X
Y 27U TR ALY L7=b DEHEET . EBRT
X, B = v MR 100 ICEIE L7z, 2 iasH i e DU
DIy aVET, 256 KILDORZ FAF| (20ms &
e 1fE) BAERL, ZhE@EEFEiir T 5.

STU Tl&, CNN iz okic 12 o + 7 >~ &
7 x—v—@rEBINTVS (K 1). Hii¥HE, &8
DN ZEH T2, (1) SXPERLBEFEEHOHE A H
NEDZE, BOERIPHETIEE /NI KREZL, (2) X
IR EFHELBEHEHOM A THIEE 2T 12581k, @
WEROATHMFE LHE LU TEMNNS R D
b, RHERLE (X 4).

DX, STREFEEFLEOETIE, AVART b
077 aRY, BRIGEWERRBTEETY D2 DO,
STU 252 Z e TEDEFHRNENDZ Z &b b.
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BT, BEGEEORE R FHYE T2 28T, g
MOEDZPINL - REZEH{TE 2 X512, WESPER
TH, XXPEFLBEHERINT, SiBNICIGEINE VI
ZR—OFFPMNTRET 2 X5 ICHFEE XA TWB 2
ERDIENTES.

ARG X 512, wTIMIT *° Librispeech D7 — &+t v
FEMHWT, CTCJE ([35]) ZBML, XXLEMLEE
D% FR#T 5 ASR (HEIEFHEM) L LTHHHTES
X 512 STU %% (finetuning) T2 Z £ BAJRET 5.

3.2 UTS(Unit-to-Speech) 7 1—4&

UTS 7a—&13, STU 2 SAER SN BEREMNEZ A &
L, B2 2@EO GBED) ER2HEMKT 5. FEC
EJET 7 % 2 b EE G S AT L FastSpeech2 [37] 12#D
WTW3. AU IFILD FastSpeech2 121&, 7F R + 3217
o TR M AHNZENS % 72 DIMDIAASE (embedding
layer) Z¥H I H 208D 553, UTS 1 STU 226D H
FHMNPEBRANE T 5720, ZOWMMNIITBELeRS. F
72, AV P F D FastSpeech2 121X, %52 DGR %
HEE T 5 MRt R HEE D (duration-prediction) D¥H & |
WEER 2+ L O HEE MBI RIS EHhE THfES 2 5 R
XFEEER (length regurator) E ENTWA. STU DAL
T2 EAEMORHEEREEHEIC 20ms L LTWa7), h

DETDHIRTE S, £/, 4V I F LD FastSpeech2
DEETIE, &7 F A MRS 2 #kHiHZ Bl LT
52 20BBH D, Montreal Forced Aligner [29] 72 & D
I =2 X o T 6 ZORkERIEZ 5 2 2 BWED D
5. ZODEMHDI=®, FastSpeech2 DFEEIIFFEITHIFEL
TW/. —77, UTS TRk OHEENETH 2 72
%, WESPER 3FHE D FFHPLIBY — VKT L 720,
521, WESPER 0% 3 HEDEHDATIF o720, H
AFEDO S IR EIFELHUCHEHATRETH o 72.

UTS OHi1iEA VU 2 F LD FastSpeech?2 & [Flfk, X LA~
2tarSn8TH5. —a—7KRa—X (HiFi-GAN [24]
E) 2NLT, EROTHBVICERIIS.

WHOD TTS S A7 LTI, FEETI1DIL, Z—Fv
FEREZIUINIET BT F AN TNABBETHS.
it L, BEFATE, 7FA T+ 2HEORVWEESERD
ATHEEARETHS. HESFZ STUIKETZ LT, &
BGHE L SR BATIBE N, 202V T UTS
O¥EEITS (K 6). AFEHTIE, LISpeech [20] DH—
MEOERT -, FL—YayT—XhoRUE LA
DF/EDT—E5 UTS 2¥EHSE T,

4. AT LR

WESPER @€ 7 Vi& Pytorch D7 L — 47 —2 % H
WTHESE L 7. STU i HuBERT %, UTS i [6] 12 & 3
FastSpeech2 PyTorch EEDBIEREZHET % Z & TH
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_ Mel-Spectrogram

(" : N\
[ Mel-Spectrogram Decoder ]

- Mel-Spectrogram

4

T
[ Mel-Spectrogram Decoder ]

Energy Predictor Energy Predictor

Pitch Predictor » Pitch Predictor

GR
n n Transformer Layers
Duration Predictor
R |

B—() Positional Encoding
Transformer Layers

&—O Positional Encoding

Phoneme Embedding
- ) |oonnoooong
Phoneme Common Speech Unit

(a) FastSpeech2 (b) Unit-to-Speech (UTS) Decoder

5 FastSpeech2 [37] & Unit-to-speech (UTS) decoder D L.
FastSpeech2 3% &R O MR 2 Tl T 2 BB D 523,
UTS (&R CHkHER 2 R ol & A AL 2 Z TN 5 729,
MEFCIRE R - 8 & R SRS (Mo LR) 28T 5 2 e
TE2. i, HEFHFRMIHERIR b —2 U h ol h
Wiz, HHEMEDHIAAL (Phoneme Embedding) JE H AEIC

%%.
OSTU fraining Self-supervised learning (masked token prediction)
i
H
: Acoustic unit discovery system
o - (e.g., K-Means on
| Speech to Unit MFCC/HUBERT intermediate layer)
s training) +
e Tt :
H Whisper voices Normal voices
: (un-paired)
@ UTS training®

: Target mel-spectrogram loss Predicted mel-spectrogram
— D >

Mel-spectrogram N
conversion

Speech to Unit Unit to Speech

@ ) Speech unit {iraining)
rozen,

Hoptk pitch & energy  PEIENLIERINES]
target voiceloss Pitch & energy

(no text labels)
B 6 STU(1) & UTS(2) ®%H : UTS (unit-to-speech) 1%, Hfk

SN STU ZHWT, MREFROBILT — X DA HRRE
FOMEREET D, WET2T7F AP 7 EIFAETH 5.

-~

B 7 WESPER T L7EHANEE: (a) Ny FEy b, (b)
FLARAL, (¢) Ky FH—F )4 ZEEH LA —
Tx .

LU 7. FHR12E IS Librispeech ¥ wTIMIT (W$iid
BHEH S SPLEHEGHZIER) 2L NVIDIA
R6000 % 7 2 7 VT L7256, FriEB R 48 I
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Mean Opinion Score (MOS) (b)

Hoarse or Normal

INT23005
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(©)

Constant Prosody

5 Normal

mean:4.16
s.e.:0.08

mean:4.15

*
s.e.:0.06 )
mean:3.79|

s.e.:0.09

mean:3.27
s.e.:0.08

Neutral q

Hoarse -~
WESPER Normal

Whisper
Voices

Whisper
Voices

M ls.e.0.10

mean:3.99
s.e.:0.08

mean:3.97| n.s

WESPER

WESPER Whisper

Voices

8 WESPER IC & 2 X X Rl A O LR ERHE: () XX EHE, WEHA, WES-
PER ZH4$&EFIA 3% Mean opinion scores (MOS). (b) 2> 3 41 238 H 7 5 DHIRE,
(c) BEDOBRZDHIE (s.e. TR, *p < 0.01(t ME), n.s HEERL)

MIEETH-7-. F/z, UTS DI, FX—7 v b &
I LT 26 RER 2 22 L 72,

ZHNT R E R 2O B EIE, NVIDIA R6000 % 1
BEALZBETEBROEF DR DK 1/20, Apple M1
Max @ CPU ZfH L 725 &13# 1/10 THh o 7. EFEOD
ZHE R REER O T A TR

AR Tz —RF2BEME L. 121F, REV2H
LD s, ZIREIEPLBEDHETHY, Ty oo by -
b= THDZ. REVEHTE, ZoMICEEINL
BRBEEODEREf =2 -2y bV =2 1ZEbN, £
DFERMBTICHEEINS., 35 121, ANXh-BF
OFEEFIAMEERH L, 2—IMBMANTE Z k<,
HEMICER X > 22T 5.

7 IZHBHED WESPER OEFHE AR ZRT. (a) N
Ftv k, (b) MEMS <4 7% 4 fAEH L 2zHamiE~ 4
7, (c) HEEMA~A 7, XXPEFEORY S/ A X%
iRy IH— R e EREERE 2K S 2B 225 LT
TAMEToTWS.

Byl
WESPER ###ld, AJJEE#E - SaBICHF LAV S0 &
FrOEHEERANDOLEREZAREICT 5. ARTIE, 3%
SEPOEHEEANDOLMR Y, SEEEE - BEREEH D
FHAEMREEZERL, 3 ODHEEN S E Z T 5.

5.

5.1 SERTEHNSBETENDOEHRLRE

EHXN - EROMERFET 272012, 79V Ky —
¥ v 7Y AT A Prolific [19] ZFA LT, 18 MM LT3
FEEDRRE R B L 2 FI U 50 D EBRSINE & A
VR—3v b ETEELR. £SEX, Web ZFHL
A R T L% N LT, 4ty FOBEEIE, XXX
i, WESPER Z#ixh7- X XL &/ (it 12 &75) 21
% 5 g MOS(*EFHE R 2 27, Mean-Opinion Score)
BXUZon7 v —1+IHEHE (“Is the voice hoarse or

normal?”, “Does the speech uses consistent articulation,
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standard intonation and prosody?”) T 5 EXFEEHIICIENL
7. XOWNBEICEZHRDEBEWERIT 5728, i
BT ARTCEACEFEET LA L. @EER, 339
A I wTIMIT 2 — X2 X DRI L 72 d DR HH L
7-. WESPER &7/ 3 LJSpeech & & 3 B —FiEH A T
BLAEbOZFAL, TEREFFHET— X0 EH L
DV MRER 8 ITRT.

X 8 (a) & MOS DFHlifERTH 5. WESPER ZH4(C
ED, TOXXREFDMOS M LET 2 Z e BRI H
7z (paired t-test, p < 0.01). X 8-(a) (b) & [ZDFE D
THEIEED ) WIS EMIIHT2EEERLTED,
WESPER TZEiX Nz EHE CTIXAL BN R SN S
(p<0.0D). B8 (c)lF, THIF—HLEY—T1Fa2l—
Yay, EENLA VY R—ay, EEREFELTVD
) 1233 3 E% T, WESPER ¥ Whisper {ZIXIER U 2
a7ERLTVWS (FEZEKL). WESPER THRXN 7=
HElE, HEFOBERBEOARIZHEL TWRVEERT
%3,

IS DFHiD S, DIT Ofbimx R/,
eWESPER 3 S SR EHDHEF Z HBEDEFICEMTE 2.
eWESPER TEMLHH T — X3, TTOI SR EFLD

b MOS AR,
SWESPER 3B (X % %7%) O 2 SR L7\,

5.2 BEGEIEE

WESPER % &/ ilikes & UL CHA T 254, WESPER
AR TERR#T 251k, WESPER TE#IL-5/F %
DB AR TR T 2 HIED 2 O AEZ BN D,

AIE L, XXX/ LEE SR CHAEH L7z WESPER
BTN, TEREFH I — A AV TR (finetuning)
L, IXPEZFEPLTXAMNERWET 2HIETHS. BE
Tl¥, WESPER TZiX Nz X X &ML, fho st
JEAEARDOFIENICHIAT 2 e BN TE S, XX EHINEH
DEFICEHTEIUE, MFOEH MO X X & A
AictdEs a2z, $CIAATR Z N TES.
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RieFL | ¥¥F—% (finetuning) ST — & | WER (%) CER (%) BLEU

wTIMIT(N) 11.55 4.66 0.76
Google Google wTIMIT (W) 44.70 28.38 0.34
WESPER[wTIMIT(W)] 26.68 12.70  0.52
Librispeech wTIMIT(N) 21.06 8.17 0.54
HuBERT
b Librispeech wTIMIT (W) 33.06 15.45 0.38
ase
librispeech + wTIMIT(N,W)  wTIMIT(W) 13.75 5.47  0.70
wTIMIT(N):  wTIMIT [27] normal voice wTIMIT(W):  wTIMIT whisper voice
Google:  Google Cloud Speech-to-Text [17] WESPER[e]: WESPER converted o
HuBERT: HuBERT base model, pretrained with Librispeech [32] + wTIMIT(N,W)

R 2 Google Cloud Speech-to-Text citegooglespeech 1 7 7 L > X ASR ¥ L7550 X

TR E A AR .

HED ASR T3S S E A DFEMERIEE  7nds, WES-

PER ZHVWTX IR EFHLBEE S HICEMLUMERLTT 5, FElErPmELx.
(WESPER & 7 N} & 7 — X THATEE L TWARWY)

DX BBEDIS, 2EEOFHGET72. £3, BE
FOEFZR#HZEE (Google Cloud Speech-to-Text [17]) %
PR e LT, @EEN, XX EH, WESPER TZ
L7 X IR B HE OB ek 2 HIE L7z

MW IE, TIMIT WZH¥EHL L 72 wTIMIT 2 — 82 % H
W7z, wTIMIT i, BEEF LI IPREIFEREZ IV
FETIEFRL72a—1R2ATH3. ZOa—RAEHNT,
WESPER TEfIL 2 X XX S HRORMEE L, @Y
DEF L XX EFEH ORI E 2 M Y UCHHE L 7.

#ER % WER (word error rate) ¥ CER (character error
rate), B X BLEU (bilingual evaluation understudy) T
£ 21TRT. RITRT LI, XX E/HEGEH 2 EERH
L7258, SRkEEIRE L 2uvdy (WER=44.70%), WES-
PER TZEH#T 3 L FiMEEL M LT % (WER=26.68%)
ZEenbholz.

F 72, wlIMIT(W) T7 A b L7285, Librispeech &
wTIMIT(N,W) THHT¥ L7 HuBERT X— 213 Google
cloud speech to text & W d B\ a7 %/RL7- (HuBERT:
WER=33.06%, Google: WER=44.70% ). Z#¥, XX
REFLBEHEEF LIRS LLEEY (L, 3390%
I & BRI THRWV) DRSS, ASR OREICEHS
LTW2AREMD S 2 x5,

I THEETANEL, WESPER I NI & f-a—
RAERHWTHEE L TWRWI 2 THS. WESPER 1Z 5
AT ENT2 T =R EAWTEE T 20 TIERL, X
IREFHLBHOBEHDIREGT — X EHWTHIYE %
fToTWa. Thbb, IXPLETFINT AT —X
(TFAPTNN) BEXFIC, B akiEE M E LT
2 RS ELR R .

5.3 RE - BREEEEORFEMIEDMHE

WESPER OEELHIOD 1 21F, SiBREES O
EHDIEEMEELHER T 2 THD, ZoMEERT
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fili L 7=.

FEFEREE X, K FERY)-TRY, ZICbRS
ZERIZE D, FREWCHES» TN, BELIRo7%D,
ZRLD, BEPLPEENW NS Ro7DT2ZLTH
5. ¥/, WEERETHEZUBRLGEED, Al
ZePmIcH#E L < rs. —F, ERREEOSE, RAH
BEZDObDIZEENZL TS, HGOHIBEIHEL kD,
FEREZES. ARBEEEORF L LT, e
WHRE X & % EL (Electrolarynx) ZE@EZFHIN S Z &
WHB. LhrL, /A4AXBFEL, HEETH2EHIATHT,
Yy FEHUIPVERITH D, IEHERIEH L DTl K=
(o TLES. BFEFCLZII2=r—>a iy
BRAIHETH D, HREEHENT X 2 BHEIEK = 2tt
LI ERE SN

AT, DT 2 HOEHEELHOANDOTT
B U 7z

B R —7 (Vocal Fold Polyps): (MAF VFP) AR
V=, MO RIERZOH TR MELE L, FEIZ
WEBR G EETHS.

FERMHLERE (Spasmodic Dysphonia): (ML T SD)
MREHS 2 b =7 I, BRRFHEICHELZEZ S
REWLMERETDH 5. A2 T 720 DR RDREERZ
T THANHESNS.

SEEEZFOEFEENER Lo — e LT L FIAX
LTV 3 “Saarbruecken Voice Database” (SVD) [34] Z i
32, Zoa— 2, HroRERELROERD
FEEICED, BERGEOME L, FAYVEOSHITH S
“Guten Morgen, wie geht es Thnen?” MINEFRXNTED,
CDNEDFERE 2 FHIICHEH U,

A D712 50 ADFEERB NN % Prolific ZHWTA ~
X—3v b ETHEELL 19. FELLSNEE, Bl
DNF AR TEY, 2ENI8EULETH-72. F
7z, SENIHISCH B A4 VEETH o727z, FFEICMA TR
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MOS (Mean Opinion Score)

Hoarse or Normal

INT23005
2023/3/1

Prosody consistency

5 Normal
Original Original

N WESPER converted
*x

A n.s.

Neutral 4

Hoarse -

Al SLVFP  S2:VFP  S3:VFP  S4:SD 55:5D Al SLVFP  S2:VFP
Speakers (VFP: Vocal Fold Poly, SD: Spasmodic Dysphonia

Speakers with vocal disabilities

*
mEm WESPER converted
* *

Original
mmm WESPER converted

S3VFP  S4SD  S5:SD Al SLVFP  S2:VFP  S3VFP  S4:SD 55:5D
Speakers (VFP: Vocal Fold Poly, SD: Spasmodic Dysphonia

B 9 JAkEEHE D WESPER 2 & 2 FEFHE (5 E&FE MOS) S1-S5:36#,. *p < 0.01,
skip < 0.05, VFP:FEIEAR U — 7, SDJEAE M g i i o

MOS (Mean Opinion Score)

Hoarse or Normal

Prosody consistency

original Normal
Emm WESPER converted

Score

Neutral

14 Hoarse -
Normal All Ss1 s2' S3' s4' Normal All
Speakers with hearing disabilities

Speakers with hearing disabilities

Original 51 Original
mmm WESPER converted

mmm WESPER converted

14
sz s3' sa' Normal Al s1' s2' s3' s4'
Speakers with hearing disabilities

X 10 BEEEEZOFEIM (5 B MOS) s1°-547:F# *:p < 0.01, *+: p < 0.05

A VEBICHIEER 2 L BB L.

FERZX 91RT. X 9(f) 1, MOS OfER%ERLT
W3%. SD, VFP ¥ 3 WESPER TZE#: L /-BFREDHH
W MOS % 7R L7z (paired t-test, p < 0.01). X 9()
W FTZomEE»rInEmrEdEds) v S ECNS 2 E%E
ZRLTEYD, WESPER Z#OFHIITO VFP & SD
BRICHANTHL2ICHEL TV (p<0.01). K 9(H)
&, “Is the voice using consistent articulation, standard
intonation, and prosody?” ¥ WS BT 3E X ERL
72dDTH5. T, WESPER ICEMXhi-FRE L 4
VO FADOERIKIFIFACFEREZ R L (BEERL) 23,
WESPER KEI I N2 BERE O PETRVWIHEETH - 72

IS DOFHIED S, MTO XS RAERE2E:
eWESPER TZ#t X1 /= VFP B XX SD OFH1Z MOS
2 ELTED, WESPER I 4 DFGEAE % HI S 720
A5 DHRE WS HT, ZhASDANDHEFEDHZH L
XEBZIENTEE I REINT.
eWESPER 137t VFP BX U SD &R %, I &
DHBEHEEFIASTHIENTES
oWESPER I3REEH DEEETBIBEL RV,

72, TOTAMIFAL VEBOXEIIN L TITbIhZ
Y 26H LT <. WESPER OHEA2?EIIFHEZTH DA
T, A VEBEETOYEET>T0RWVY, XY
REFEL, ZOMOS M EXH2 I TEE. ZOMRE
¥, WESPER €7 LW EEEMHKIFE L TOWRWATREEEZ R L
TW53.
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5.4 BRERZEEDSHEBEMME

RIRIC, BEREEEION T 2 WESPER I X 2 & i
FROMNRZ Ml U 7z, BEEFEEE L, @#@EE X TED
DFETHENISHEZ AR WD, —KEEE» OHEEI P
TVWEELAZ T2 e LVWEANCH S, LirL, FHA
WERIEETH 270, SHEEHEOEE LIXRLR 5K
2R

FHIZ X, “Corpus of deaf speech for acoustic and speech
production research(FH% « H L NIFILD 72 DREH R
B a—R) [30] A L. 5 NOFEE (951 A
AEHEE, D 4 NI3HEREEE) oRFEZMHHL. #E
BZm#E ¢ LT, Prolific [19] ZFWT, BLltrg%E,
WEEHERET, 18RI LOZMFT 50 HEHE L.
BREX 101TRT. ZhoDER2 S, MOS 2 ¥ DFF
filif&i F1Z WESPER TZEHL L /- /i35 @ WA 2 7 &R 3 {H M
MBon (p<0.0lorp<0.05), ZOHELEEWVIZH
WEEDDH ZFEE LD /NS otz Tz, BEREEZED
B, BIEEOEA LI LT, HARHEAE BT
ZEDWRENT. Lo T, ZNOHDFMERIZ, HEEE
BHRFEEETICHEEEHIE T 2 2 e SR T DH 2 AlREMEZ R
LTW3.

6. &R

ARSI EFICELESEANLEE

AR TRLEZE ST, EREHEDLTNHE S BEHOD
BEICET 5 2 L AAHETH S, L L, EBICIZ, 8

UnBEEANEBEREINT 2 Z e NEETH L. BifE, @
HDOANy Ry b A — bRV —h—FICHFEL -18H
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K7L A~A 27FHWT, BEFEERIELTED, Zh
FTIRIFREREZE TS, XXREFA VXT3
ORI HARER Z e NLEEI NS DT, A —F T v
DA 7u7 4 IIREFNFRICHET 5 X 5 1T3E
T2 (FLARAZFHEDEANICED) HEZLNS.
v =7 7 7UVEERTE, KEOIREIZ M T 5 NAM (Non
Audible Murmur) ~A4 70 7 + > % IER[BEFEGEICHH T
ZZenEZLNS [15)].

F2, T4V 9 TARKA Y TR, KRTBGEYYE
MW e LT, MkEBHTHMAT 2R 7 ZHHAELTH
% [10], [18]. w2 ZOAlic~4 7 Z AL TSR Z D
WA 7% ANT, IR LIBFERAL, BHEH
WEWRIRD RS NS,

AB L AI ORE

AT, TREEZHOFEHED I I EHE LT D&M
WAL 2 M EEcET 2 0THS. LrL, E
BrcflioThAB e, BILLASRIZIPEIHETH, MHiHIcH
HWOERICERMTE23b0,, HLLWBDOLHZ LI
I—FRGRIL Zehbhotz. 2 — I THEMREEICH
DI->THIEL KD 2 LD, ZoMEERZE, B
BHR—FHNCANE OB 2R T 2720 Tk <, ARl
FRICEoTHIHRIERMEIEONE Z L ZREL
TW3. 2, BEICLZ AL Al L OREAE O FEF|
ERDBIEWTES.

7. IR

AWFETIE, SXREXFELLBEHOEEICY TILEA L
AT 2{A L LT WESPER 242& L7, /2, X
TREFHLFEHER CTEENREPER25ATY, HL
HBhmft 2 EEC X B ERRAAE NS Z & 2R
L. &FEAR, 7FA 700 EHAVT, EEOMNSR
HEOER T —RDANLEET LI NAETHS. &
72, =V T DXEBFIFRETHD, IXPEHLEHES
FEOWFF— X S AETH 2. WESPER I1Z, HFHHNH
5, TEOMREFEDEFRDOREEETLT SN TE,
WNREEFHD 7 XV DIRNVEE T — R DADNETS. X
N-BEEOMENF L, EFOBENMMRFIEINL L
MR L7z, F/, SEEECHEREEO SSRGS LE
TC U 7= A SR 0 3 b HE L 7z

AR 521X JST Moonshot R&D Grant Number JP-
MJMS2012, JST CREST Grant Number JPMJCR17A3,
HWRAK¥ b a—< U F =7 X7 —ya YHSEERED
XREZIFCEEI NI,
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